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Z2Joj| & (Fourier transform)
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« 20H71: 2t TIQYO) TP AHMEY At
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MUY AHEY UE 2YS Qs 7= Y (periodogram estimate)2 o Fu}p4r7} o] Zj|Yo|
AU=2| AsH= cochlealt QAIEH HE2 2%
Mel Filter bank

o 3 WA YE{= OHQ F1 oflLiRI7L 0 Hertz 2410fl UEAIE LHEHS

« RIOpI7} ORALE HEE HOAIA £l A O 2 of|uR|7} o|L Ity FHol| FYSH=A HQ 7Hs
Mel scale

o HYSIA ofSA 28 filter bank2] 2t HR|SA|, HOIL WA OHEA| AH

14



+ O|Z42 BIO} A2|7} {0l 2, O|LiRIOfA 2 WS I3 Bko| LHEA| S2|2| H=CHe 22 ojo[Y
7

2]9| featureE QIZt0| AA| E& 10| 71’UA| DHA] AlY

40

15



Automatic Speech Recognition

« 3B7I: Log filter bank of|L4Z]2] DCT |t

« DCT: Discrete Cosine Transform (0|2t ZAIQI tH¥})
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Bayesian Rule "
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- Bayesian rule0i| Cigt Zt @ 20| CHst 2jO) P(A|B) - P(B)
« P(A) : A9 AIM &E (evidence, #2l2] 3H) P(B|A) = P(A)
« P(B) : BO] At &&(prior probability, 272 ZH)
* P(A|B) : M1 B7} 20{H2 uf AQ] RAUE HE(likelihood, Y242l E= BAE Znto]| 7|23t ofwyst
7Hdoll tht 7H57Y, & ol 7HdE AIAISHe YK)
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9 /%4& MM (Vocabulary Dictionary, Lexicon)
. 914 ttoj(Word)E ¥ Y(Phone Sequence)2 &3
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(WFST))E 28
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- 24 023 = @Y (Hidden Markov Models, HMMs)
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26



Automatic Speech Recognition

- O23I A9l
* ZAIOF £32} D2 AT} 19130l 2{Aloto] 23l L= SAHEQ] S0 ¢ 2ES 125P7|
off A2t 7HY
- OI23 = /g2 (Markov Property)2 AlH o[ HE M3 (discrete-time stochastic process)
- HAHY
ot YHi(state)Q YE2 THA| 1 O LJEHO|IH 25T}

> &, St HEHOlIA THE 4EHRZ 9| 20|(transition)= J-F5Qt HE 2100l CHst 21 0|2 (history) S LA Z &}
A| 9§31 HEZ 2|M FEHollMQ] 20|12 2HY & Tt

N

27



HMM(Hidden Markov Model) 712
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HMMQ| 29 94

- 2 YEH 210] HE ¥

® 0| o] Y EH()

o] o] HEI(L
o | 1| 2 | 3
0.0 0.8 0.2 0.0

0 (AIZ}SEH)
1 (HOT4fEH) 0.0 0.6 0.3 0.1
B4 B, 2 (COLDASER) 0.0 0.4 0.5 0.0
P(1 | HOT) ) 2 P(1| COLD) ) 5
[ﬁ% | HSR] - [2] [ﬁﬁ%lggtgﬁ] - [‘1‘] 3 (22 AEH) 0.0 0.0 0.0 0.0
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- S 2o g

Z0{21 o] w of| CHSHM 2.E HIE| & Y of| C$t 2% (likelihood) E AHI(H5H= YHE Al36t= A

- 2] Yo 22 SAIHU U= sHA(71E2 YY)

« BE Hojw B Yot SPLVOIM REEH YEGEES BF £ A2 2E| L& ZXE 7Y

- ZE THo{of| g HIE] F £ S U YUE 2Y > ToIE 22819 7|2 HAQ 222 2ot 22T

o 22}0| 24t 24 023 = Y (Hidden Markov Model, 0|5t HMM)E &3

o AlZFE HollM UHHIEIE 2E9] 2M7F Q7| Uf20f| 2} 24 BHL [eft-to-right HMME 0| &510] D&Y

o YUIZOZ 24 THL2 A 7H9| emitting stateE 7I3

.

¢ 0| SAO|IN BAH SAZO| HOIRZH QYL HA SA0|M THS SARO| MO BUYST| At
279 QAHOlIAE HMMOIIAS| 2t S BHE 22 M| JHO| AEHE 711D 2 7H] A2 ABHA St 40 -5
HEN7E S
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« HMM 7Yt 3-state &2 BEY (tri-phone)Q] of|A|

ba(yy) -+ by(yr) by(yy) ---bi(yr)  biyp) - balyn)

EZHEY Y Yi Yo¥n Yoo Yo ¥r
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« SIS HE| YA 712 AI2H(multi mixture Gaussian) & 2%
© HMMOIME 2 HES 7Y I QA VY HEI Y HS S 2 U, YA IX =L £ ¢S
+ MEHES U 4 QICHE OQOlIM &Y DI2 2T DY(HMM) oj2ta 22
« Yol=¥E U P(Y M) & 35171 AsHM 7158t BE JEHHO]| THSHA Of2H 412 AI2H510] 25 CisHF
ofo} g

T
P(Y,X|M) = ax)x) 1_[ byty (Ve) Ax(0)x(t+1)
t=1
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M

bj(ye) = z Cim N(Vt; Wjms Zjm)

m=1
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a2

rir

=2 2% (likelihood)
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